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1
AUTOMATIC MICROPHONE MUTING OF
UNDESIRED NOISES BY MICROPHONE
ARRAYS

RELATED APPLICATIONS

This application is a non-provisional application of Ser.
No. 61/637,358, titled “Automatic Microphone Muting of
Noises by Microphone Arrays,” filed Apr. 24, 2012, which is
incorporated herein by reference.

FIELD OF THE INVENTION

The invention relates to speakerphones and other desk or
table-located microphone systems.

BACKGROUND OF THE INVENTION

There are often undesirable noises occurring continuously
during an audio or video conference. Examples of these
noises include keyboard sounds and paper rustling. These
noises can be distracting, particularly during audio or video
conferences with a large group of people when one person’s
keyboard can disrupt another person’s speech. Thus, it is
highly desirable to automatically mute the microphone when
these sounds are present and no one is talking. However, there
is no reliable method to discriminate between speech sounds
and noises.

One example of a prior method of dealing with this issue is
disclosed in U.S. Patent Application Pub. No. 2008/0279366
which addressed this problem by providing a signal from the
user’s keyboard to the conferencing application such that the
user’s computer provides a signal when a key is depressed on
the keyboard. The conferencing application, either executing
on the computer or on a separate device, mutes the micro-
phone for a period of time upon receiving the key depression
signal. While this method is helpful in eliminating keyboard
noises, it is problematic because while the keyboard sound is
muted, so is any speech occurring at the same time. This can
cause gaps in speech and result in confusion and disruption of
the conference. Moreover, this method does not eliminate
other noises in the environment such as paper rustling or
ringing of a cell phone.

SUMMARY OF THE INVENTION

In one embodiment according to the present invention, a
vertical microphone array is used to distinguish the tilt angle
of a received sound. If the sound is close to horizontal, the
audio is muted. This eliminates paper rustling, keyboard
clicks and the like. If the sound is above a given angle from
horizontal, it is not muted, as this indicates a person speaking.

BRIEF DESCRIPTION OF THE FIGURES

The accompanying drawings, which are incorporated in
and constitute a part of this specification, illustrate an imple-
mentation of apparatus and methods consistent with the
present invention and, together with the detailed description,
serve to explain advantages and principles consistent with the
invention.

FIG. 1 is an illustration of a microphone configuration
according to one embodiment of the present invention.

FIG. 2 is an illustration of a speakerphone configured with
a second microphone array according to one embodiment of
the present invention.

10

15

40

45

55

2

FIG. 3 is a block diagram of the signal processing accord-
ing to one embodiment of the present invention.

FIG. 4 is an illustration generalizing the embodiments for
arbitrary number of microphones and speaker and noise
angles according to one embodiment of the present invention.

DETAILED DESCRIPTION OF THE PREFERRED
EMBODIMENTS

FIG. 1 illustrates a vertical array microphone 102 consist-
ing of two microphones 104 and 106. As shown the micro-
phone 106 is near the horizontal surface of the table and the
microphone 104 is located above the microphone 106. When
the vertical microphone array 102 is placed on the table 112,
using techniques described in U.S. Pat. Nos. 7,787,328;
6,912,178 and 5,778,082, which are all hereby incorporated
by reference, it is possible to estimate the tilt angle of the
sound source using a processor. Sounds emitted by rustling
papers, clicks of the keyboard 108 or the mouse no, or cell
phone noise and the like originate close to the table surface
and therefore have a low tilt angle, deviating generally less
than two degrees from horizontal. On the other hand, for a
person such as the participant 114 seated at the table, his/her
mouth will be about one foot above the table height. At a
distance of six feet, sounds from a talker’s mouth will result
in a tilt angle at the array of a tan(%6)=9.5 degrees. Thus by
measuring tilt angles and estimating what angles correspond
to a person’s speech and which ones correspond to table
noise, the speech can be distinguished from table noise.

Tilt angle measurements can be made periodically in short
intervals. In the preferred embodiment of the present inven-
tion, tilt angle measurements are made every 20 ms. If the tilt
angle measured is below a predetermined angle, the audio is
muted for that 20 ms interval. Otherwise, the audio is not
muted. Therefore when someone is talking and there are no
table sounds, the talker’s speech will be transmitted with no
artifacts.

In addition to situations when the sound is all from table
noise and situations when all the sounds originate from a
participant talking, sometimes during conferences as the par-
ticipant is talking they are also typing on a keyboard or
causing other noise in the environment. Although table noise
can be distracting during conferences, it is preferable to hear
these noises if they are being generated simultaneously as a
speech by the same participant, than to also remove the
speech. To ensure that speech which is accompanied by table
noise is not removed, the system is configured such that if a
sound source is detected in two 20 ms intervals as originating
from a tilt angle greater than five degrees, no muting is
allowed for the next half-second. During simultaneous table
noise and speech, the result is that both table noise and speech
will be heard. However, within half-second after the person
stops speaking the table noise will be muted.

FIG. 2 shows an exemplary speakerphone 200 implement-
ing the above discussed tilt angle measurements. In the speak-
erphone 200 the vertical microphone arrays 202 are unidirec-
tional microphones a few inches away from and pointing
away from the loudspeaker 204. This configuration provides
sufficient vertical separation between the microphone and the
loudspeakers to achieve adequate echo cancellation of the
loudspeaker sound.

FIG. 3 illustrates a block diagram of the microphone arrays
202. As shown in FIG. 3, the microphones in the vertical
microphone arrays 202 each require acoustic echo cancella-
tion of the loudspeaker signal, so that the table noise rejection
can occur when the far-end is speaking in a conference call.
Thus, signals from each microphone in the microphone arrays
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go through an echo cancellation module 302 before being
sent to the tilt angle detection module 304 for determining the
tilt angle of the sound.

Although only two microphones are shown in the micro-
phone arrays 202, it should be understood that plurality of
microphones can be used. FIG. 4 illustrates how the above tilt
angle measurement can be applied to a microphone array of N
microphones. No matter how many microphones are used in
the array, the system always measures tilt angles for the
sounds received at each microphone. As shown in FIG. 4, the
noise angle 406 of the table noise 402 is generally always
smaller than the speech angle 408 of the participant 404’s
speech. Thus, by measuring tilt angle of sound received at
each microphone, the noise cancellation method discussed
can be easily generalized to an arbitrary number of micro-
phones and arbitrary angles for participant location and noise
location.

Accordingly tilt angle measurement can be used to effi-
ciently and effectively eliminate noise generated around the
table while any speech by the participant is passed through.

It should be emphasized that the previously described
embodiments of the present invention, particularly any pre-
ferred embodiments, are merely possible examples of imple-
mentations, set forth for a clear understanding of the prin-
ciples of the invention. Many variations and modifications
may be made to the previously described embodiments of the
invention without departing substantially from the spirit and
principles of the invention. All such modifications and varia-
tions are intended to be included herein within the scope of
this disclosure and the present invention and protected by the
following claims.

We claim:

1. A microphone system comprising:

a vertical microphone array having at least two micro-
phones, with a first microphone near a horizontal surface
and a second microphone located above said first micro-
phone; and
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a processor coupled to said microphone array to receive
sound from said first and second microphones and con-
figured to determine an angle from horizontal of a
received sound and mute said sound if said angle from
horizontal is below a predetermined amount.

2. The microphone system of claim 1, further comprising at

least one loudspeaker.

3. The microphone system of claim 2, wherein at least one
of'the microphones is a vertical distance away from the loud-
speaker.

4. The microphone system of claim 1, further comprising
an echo cancellation module for each microphone in said
vertical microphone array.

5. The microphone system of claim 4, wherein said echo
cancellation modules provide echo cancellation of sounds
from a loudspeaker signal.

6. A noise cancellation method comprising: providing a
vertical microphone array having at least two microphones,
with a first microphone near a horizontal surface and a second
microphone located above said first microphone; and receiv-
ing sounds from said first and second microphones; and deter-
mining an angle from horizontal of a received sound and
muting by a processor said sound if said angle from horizontal
is below a predetermined amount.

7. The noise cancellation method of claim 6, further pro-
viding at least one loudspeaker.

8. The noise cancellation method of claim 7, wherein at
least one of the microphones is a vertical distance away from
the loudspeaker.

9. The noise cancellation method of claim 6, further pro-
viding an echo cancellation module for each microphone in
said vertical microphone array.

10. The noise cancellation method of claim 9, further com-
prising providing echo cancellation of sounds from a loud-
speaker signal by the echo cancellation modules.
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